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Abstract about this document

This document describe about general setting procedure for connecting UT670 to SIP
server.
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Stepl : Access the Web user interface

1. Confirm the IP address of KX-UT670.
1-1: [Menu] (Upper left of sheet key) =>[Settings] = [About phone] - [Status]

1-2 : Confirm the IP address displayed on LCD.

2. Embedded Web.
2-1: [Menu] ( Upper left of sheet key) 2>[Settings] = [Network]

2>[Embedded web] ->select [On]

3. Access the Web user interface.
3-1: Open your Web browser.
3-2 : Enter your KX-UT670 URL to Web browser
(http:/lyour KX-UT670 IP address) .
3-3 : Enter user name (admin) and password (adminpass) and click “OK?”.
3-4 : The Web user interface window is displayed.
Configure the settings for the unit as desired.
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Step2 . Select VoIP tag

Panasonic
KX-UTB70NE Netwark System "uI'UIF’ I Telephone Maintenance

Version Information

[ Weh Port Close ]

Version Information Madel KX-UTETONE
Network Status e 29
VolP Status : .

Firmware Version 00.402

1. Click “VolP” tag.
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Step3 : Select Line 1 tag

Panasonic

RHX-UTETONE Status MNetwork System Telephone Maintenance
W

SIP Settings

SIP User Agent \Panasonic_{MODEL}/{fwver}({mac}) |

[ Web Port Close l

VolP

-Line 1

Eo The phone reboots automatically if you change the settings on this screen.

- Line 3

Line d [Save] [ Cancel ]

-Line &
- Line &
e
- Line 1
- Line 2
- Line 3
- Line 4
- Line 5

SIP Settings
VolP Setti

1. Click “Line 1” tag of SIP Settings.
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Step4 . SIP server address settings
SIP Settings [Line 1]

Phone Number

FPhone Number {601 [I
SIP UR | |
SPServer
Fegistrar Server Address 192.168.1.54
Registrar Server Port [1-65535]
Froxy Server Address 192.168.1.54
Prosy Server Port [1-65535]
Fresence Server Address | |
Fresence Server Port [1-65533]

Outbound Proxy Server

Quthound Proxy Server | |
Address

1. Enter the Phone Number consisting of 0-9, *, and #.
2. Enter your SIP server address to
Resister Server Address and Proxy Server Address.
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Step5 . Enter the ID and Password

SIP Authentication

Authentication 1D I

Authertication Password 2 | #8®

Enable DNS SR lookup @ves O No

SRY lookup Prefix for UDP | sip._udp. |
SRV lookup Prefix for TCP | sip. top, |
Transport Protocol @ UDF OTCP

T1 Timer milliseconds

T2 Timer seconds

1. Enter your Authentication ID.
2. Enter your Authentication Password.
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Step6 . Save the settings

Quality of Service (Qo5)
SIP Packet QoS (DSCP) 0 [0-63]

SIP extensions
Supparts 100rel (RFC 3262) COYyes G No

supports Session Timer (RFC g seconds [60-65535, 0: Disable]

4028)
Keep Alive Interval El seconds [10-300, 0: Dizahle]
Supports Rport (RFC 3581) COYyes G No

Security

Enakle SSAF (SIP Source
Address Filter)

Oes @ MNo

Save Cancel

1. Click the “Save”.

2. After save, confirm the Status. If Registration is successful,
Phone service is “OK?”.
[Menu] ( Upper left of sheet key) 2[Settings] = [About phone] = [Status]

| - The setting is finished - l
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